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Notation

Symbol Description

a Column vector a (boldface lower-case letter)

A Matrix A (boldface capital letter)

row; (A) The row i of matrix A

col; (A) The column j of matrix A

[A];; The entry on row ¢ and column j of matrix A

AT Transpose of A

A" Conjugate transpose (Hermitian) of A

L, n x n identical matrix

diag (a1, ag, ..., a,) n x n diagonal matrix with ay, as, ..., a, on its main di-
agonal

tr (A) Trace of A

rank (A) Rank of A

A>0 A is positive semi-definite

abs (A) Matrix constituted by amplitudes of entries of A

Z(A) Matrix constituted by angle values of entries of A

a* Conjugate of scalar a

Z(a) Angle value of scalar a

|lal Amplitude of scalar a

||all Two-norm of vector a (Euclidean norm)

| Al Two-norm of matrix A (Frobenius norm)

am Maximum value taken by real scalar a

E[] Expected value

7 = E [x] Mean of random variable x

M, = E[|z]?] Statistical power of random variable x

Q = E[|z]!] Moment of the 4" order of random variable x

02 =Ellz — 7|7 Variance of random variable z

F.(") Cumulative distribution function CDF of random variable
T

fz(¥) Probability density function PDF of random variable x

Pr(E) Probability value of event E

R{} Real part

S{-} Imaginary part
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Introduction

There are about 250 GHz of available bandwidth between 3 and 300 GHz (also re-
ferred as mm-wave (MMW) band) [1], which have the potential to unleash very high
data-rates even with low spectral efficiencies. Such a ‘spectrum El Dorado’ in the last
years led to a ‘MMW rush’; in which researchers with different backgrounds studied
different aspects related to transmissions at high-frequencies, ranging from channel
modeling, antenna and hardware design, beamforming solutions and system-related
aspects (see e.g. references [2-7]).

From an industrial perspective, while MMW frequencies have been already stan-
dardized for niche applications (e.g. in 802.11ad or 802.153c) or used for test-bed
prototypes, a mass commercial application of MMW in 5G wireless networks requires
major technologies advances, from both a component and an architectural perspec-
tive. Component-wise, novel and cost-effective solutions for beamforming, waveform
and antenna design and hardware implementations are needed [4-7]. Architecture-
wise, MMWs require a redefinition of the functionalities in the network, for example
via a separation between control and data channels and a tight integration and a fast
handover with lower carriers [2]. From a deployment perspective, further studies on
channel propagation and modeling at high frequencies are another important step
for a throughout understanding of MMW communications [3].

In this thesis we focus on one of the problems mentioned above, i.e. the need of
designing cost-effective beamforming solutions at MMW frequencies, to provide the
link-budget required for a reliable communication. As a matter of fact, and as
emphasized in [7], when assuming a single omnidirectional antenna, the path-loss
increases with the frequency, e.g. an additional 20dB loss is expected for a system
operating at 60 GHz compared to 6 GHz. On the other hand, by using a fixed
directive antenna of a given aperture size, the antenna directivity increases with the
square of the frequency. While fixed antennas are effective solutions for MMW back-
haul applications, for access applications, flexible solutions based on beamforming
via antenna arrays are essential to allow multi access. Moreover, while in traditional
cellular frequencies, beamforming-related processing is performed at the baseband,
at the MMW frequencies this design philosophy crashes against the high cost and
high-energy consumption of radio frequency (RF) hardware [4]. Therefore, different
solutions have been proposed based on either analog or hybrid digital-analog im-
plementations. A good analysis of different analog implementations is carried out
in [5]. While analog solutions (e.g. based on analog phase shifters) are competitive
in terms of cost, they impose a constant modulo constraint on the beamforming
weights. Therefore, in [4], a hybrid analog-digital solution is proposed, where the

x1



antenna array is driven by a limited number of RF chains and multi-antenna pro-
cessing is implemented via a layered baseband/analog solution.
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Chapter 1

A channel model for mm-wave

While signals at lower frequencies can penetrate more easily through buildings, mm-
wave signals do not penetrate most solid materials very well. Significant causes of
attenuation at high frequency are foliage losses, raindrops and oxygen band absorp-
tion, which can be a limiting impairment for propagation in some cases. On the other
hand for the same antenna aperture areas, shorter wavelengths (higher frequencies)
should not have any inherent disadvantage compared to longer wavelengths (lower
frequencies) in terms of free space loss. More antennas can be packed into the same
area if the wave length is small, allowing beamforming with high gains.

We start from an expression of a static narrow-band mm-wave channel impulse
response. Furthermore multiple input multiple output (MIMO) models will be con-
sidered.

1.1 Channel impulse response

The equivalent complex low-pass impulse response of a mm-wave MIMO channel
with narrow-band impulses is a matrix C¥*¥ | where M and N are the number of
antennas at transmitter (Tx) and receiver (Rx) sides respectively

hll th
H=VG| : . : |=vVGH, (1.1)
th hNM

G is the average path gain of the channel. While G is a deterministic factor, entries of
H are, in general, complex random variables. Matrix H should satisfies the average
constraint on its squared Frobenius norm

E [[H]?] = MN. (12)

1.1.1 Power attenuation characterization

A general expression for G is provided by

6= (123) M(6n 0IA (0. 0) GUGHIG, (13)
v



Chapter 1 - A channel model for mm-wave

where:
e )\ = c/f. is the wave length at carrier frequency f,;
e ( is the distance between transmitter and receiver;
e n is the path-loss exponent factor;

e A, is the Tx directional antenna gain, function of azimuth ¢; and elevation ¥;
of the transmitted ray;

e A, is the Rx directional antenna gain, function of azimuth ¢, and elevation 4,
of the received ray;

e G is the average attenuation due to oxygen absorption;
e G is the average attenuation due to rain;
e GU) is the average attenuation due to foliage.

In this case antenna contributions A; and A, are considered constant for each ray
angle of arrival and departure, therefore they are included in the global gain G-
factor. The given attenuation model is valid for values of d which are in the far-
field, or Fraunhofer region, of the transmitting antenna. This is defined as the region
beyond the far-field distance, which is related to the largest linear dimension of the
transmitter antenna aperture and the carrier wavelength, i.e. if [8, pp. 72]:

2D§n‘c
d > Dy, d> A and d > N (1.4)

where D, is the largest physical linear dimension of the antenna.

Free space path loss

The first gain term in (1.3) is the attenuation due to the free space propagation.
The exponent factor n in free space is 2, but it is known that a two-ray model
(represented in Figure 1.1) leads, under commonly satisfied conditions, to a fourth
power law. One of these conditions is that the path length difference between the
direct and reflected rays is less than \/2, which defines the break-point distance
dy = 4hsh,. /X as a function of antennas height, beyond which the fourth power law
can be used.

For the frequency range from 60 to 66 GHz and the receive and transmit antenna
heights, h, = 1.8 m and h; € [5; 50] m, respectively, we get dy € [7.2; 79.21] km,
which is far beyond the expected range of the transmission at mm-wave frequency.
This means that the fourth power law is not expected at mm-wave therefore we set
n = 2, which is confirmed by measurements [9, pp. 77].

2



1.1 - Channel impulse response

hy

h,

Figure 1.1: Two rays model used for the derivation of the fourth law attenuation
expression.

Antennas gain

Due to high free space losses and other attenuations factors, that will be analyzed
later, the usage of directional antenna is near mandatory for a successful commu-
nication. An advantage of using directive antennas is the limitation of multipath
phenomena due to the antenna pattern gain.

As an example, a rectangular horn antenna of dimensions a and b has a radiation
pattern [3, pp. 318] given by

sin [r(a/\) sin(¢)] sin [ (b/)) sin(9)] |

A(¢> 19) - 7T2(ab/)\2) sm(¢) s1n(19)

(1.5)

In Figure 1.2 the radiation patterns, expressed by (1.5), of two horn antennas with
different dimensions are plotted in the azimuth plane. The main lobe is narrower if
the antenna dimensions are bigger.

Another simple radiation pattern is:

A07 ¢ S [gbmin; gbmax] ) 9 S [ﬁmin; ﬁmax]

0, otherwise

Ao, V) = { (1.6)

where Ay is a constant gain over the sector defined by ¢ € [Pmin; Gmax] and ¢ €
[ﬁmin; ﬁmax]-

In the case of a ray-tracing approach, angle values are defined and constant. In
other situations ¢y, ¢, J; and ¢, are all considered uniformly distributed in their
sectors as

¢t7 QST ~ Z/{ [¢min; ¢max] ) 1915’ 197” ~ Z/{ [19min; ﬁmax] . (17)

Oxygen band absorption

Around 60 GHz there is a peak of attenuation due to oxygen resonance in atmo-
sphere. The term G is negligible in the ultra high frequencies (UHF) band, but
cannot be neglected at higher frequencies. In [9, pp. 78] a model for the attenuation

3



Chapter 1 - A channel model for mm-wave

a=0.0lm

i Sl a=0.05m
b=0.1m b=0.1m
- A=0005m | A=0.006m |

A [dB]
A [dB]

—30F 4
_35F 4
L L L _40 I I L L I I I L I
-80 -60 -40 -20 0 20 40 60 80 -80 -60 -40 -20 0 20 40 60 80

¢ [deg] ¢ [deg]

Figure 1.2: Normalized radiation patterns in azimuth plane for different
rectangular horn antenna parameters.

due to oxygen absorption has been developed

0.104(f. — 60)32% — 15.10 60 < f. < 63

G et (Fetcmg) = 1.8
b ] (e 1) {5.33(fc 63)1 1135 — (f,— 63)°% 63 < f, <66 )

where f. is the carrier frequency.
There are other attenuation phenomena due to water vapour or fog, but they can
be neglected since their attenuation is in order of 0.1 dB/km [9, pp. 78].

Rain attenuation model

In mm-wave also rain has relevance in attenuating the transmitted signal. Depending
on the rainfall rate R [mm/h] this model [9, pp. 78] yields:

G b ey (Fe Gty Rimmymy) = —k(fo) RV, (1.9)
where

k(f.) = 101203108(/e)=2290 (£} — 1,703 — 0.493 log(f..). (1.10)
Rain contribution to path gain plays an important role, and its attenuation can
reach values larger than those for oxygen; for example G = —18 [dB/km] for
R=50 mm/h.

Formulas show that oxygen and rain attenuations cannot be neglected if large dis-
tances (greater than 1 km) are to be considered, but for ranges less than 200 m they
may not be so relevant.

Foliage attenuation

An attenuation formula due to foliage is given in [10]:

5
GO (f., dig) = = (1.11)
R

where dg, is the depth of foliage area between transmitter and receiver.

4



1.1 - Channel impulse response

Remarks on shadowing

Many studies on mm-wave indoor propagation (for example [11, pp. 9] and [12, pp.
2821]) add an additional random gain term to (1.3) due to shadowing. The gain is
modelled as a log-normal random variable and it is justified by the exponential law
attenuation when shadowing is due to blocking objects [13, pp. 44] present on the
line of propagation.

However for an outdoor propagation environment no shadowing effects are contem-
plated. In fact, due to small penetration capabilities of mm-wave! through solid
materials, the received power due to rays incurring in outdoor shadowing phenom-
ena is negligible with respect to contribution by diffracted and reflected rays.

1.1.2 MIMO channel models
Two models are considered for H:

e correlation based model;

e phase array model.

The first model starts from Tx and Rx correlation matrices, while the second is
based on a geometrical approach that underline the signals phase differences in
antenna arrays at Tx and Rx sides. The last model is characterized by limited
spatial diversity and is suitable for arrays with a lot of antenna elements packed in
a confined space.

Kronecker MIMO channel model

The Kronecker MIMO channel is probably the best-know correlation-based model.
It’s based on the assumption that the spatial correlation coefficients between Tx
elements are independent of the specific Rx element. The following simple and
generic definitions for the transmitter and receiver correlation matrices are given

[14]:

T [ ,u2 qul'
w 1 pu . :
Rrx=EH"H|=| 2 , 1 - 22
: I
_IUM_I “ .. MQ Iu 1 BT LY,
_ 9 No17 (1.12)
17
Rrx =E [HHH} = | n? n 1 0’
N1 3 !
_77 “oe 77 77 1 1 vsn

'Numerical values of specific attenuation are given in [1, pp. 103].



Chapter 1 - A channel model for mm-wave

where p € [0; 1] and n € [0; 1] are the Tx and Rx correlation coefficients, respec-
tively. Given the Tx and Rx correlations matrices, in [14], it has been shown that
the channel H € CV*M can be expressed as

H=R/’H;; R’ (1.13)

where H;;q € CV*M is a matrix of i.i.d. circularly symmetric complex Gaussian
random variables with zero mean and unit variance.

Two opposite and extreme cases are contemplated by the correlation based MIMO
channel:

e if rank (Ryy) = M (rank (Rgryx) = N) the channel is said to be fully uncorre-
lated at Tx (Rx) side;
)

e if rank (Rty) = 1 (rank (Rrx) = 1) the channel is said to be fully correlated
at Tx (Rx) side.

Phase array MIMO channel model

This model is taken from [4, pp. 3783] and describes a channel matrix for an uniform
linear array (ULA) for beamforming in azimuth plane and for a uniform planar array
uniform planar array (UPA) which enables beamforming also in elevation.

Uniform linear array

Let us consider antenna elements to form an ULA on the azimuth plane with an
inter-element spacing equal to D. For a uniform linear array with N elements, from
Figure 1.3, let a be a vector of phasors

1 _— | |
aW:Wh eiCDsing .. i(N-1cDsing] T (1.14)

where ( = 27/ and ¢ represents the ray angle of arrival or the angle of departure
in the azimuth plane. If

ge ~ CN(0, 1), (1.15)

the narrow-band channel impulse response for a system with a ULA of M and N
elements at Tx and Rx side, respectively, is a matrix Hyp,a € CV*M defined as:

Hypa = \/ @ igéar <¢§T)) af <¢§t)) ) (1.16)
=1

where L is the total number of rays and a,(-) and a,(-) are defined in (1.14). Note
that the elements of a represent phase offsets due to distances between antenna
elements. The relative phase difference for a ULA is a function only of the azimuth
variable ¢. Moreover, in (1.16), the average power gain factor v/G of (1.1) is dropped
for simplicity.

6



1.1 - Channel impulse response

equiphase

N -1
Figure 1.3: Relative path difference in an ULA.

Uniform planar array

We also consider an UPA constituted by N = WH antenna elements, with W
antennas, D spaced, on a dimension and H antennas with same D inter-element
distance on the other dimension.

Let b is a vector of phasors defined as:

1 . . A o T
b 7 9) = 1 ... e]CD(wsmqbsmﬂ-‘rhcosﬂ) . e]CD[(W—l) sin ¢ sin 9+ (H—1) cos I
(0. 9) = =1 )
(1.17)
wherew =0,1, ..., W—1land h=0, 1, ..., H—1, are indexes of antenna elements

and ¢ = 2w /A. The narrow-band channel impulse response for a system with a UPA
of M and N elements at Tx and Rx side, respectively, as in (1.16), is a matrix
Hypa € CVM expressed by

MN
Hupa = /=7 > aibe (07, 007 ) bl (6, 017). (1.18)
=1

Two dimensions antennas array enable beamforming in elevation, indeed the channel
impulse response is also function of elevation 4.
Matrix formulation

The expressions of MIMO channel impulse response given in (1.16) and (1.18) can
be rewritten [15, pp. 27] into matrix synthetic and useful forms:

MN MN
Hypa = T(A,quA;*) Hypa = T(BTHgBtH) (1.19)

where
A=Tla (o)) o a ()] Bo=[o (o0 00) o b (00, 0))]
o) o a (o) Be=[b (6 00) b (6 00)]
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(1.20)

and

H, = diag (g1, ..., g1) - (1.21)

where the diag(-) operator denotes a matrix with only the main diagonal different
from zero composed by the list arguments in given order.

Statistical remarks on ULA channel

In this section the mean and statistical power of the generic entry on row p and
column q of the ULA matrix channel Hypa are evaluated. The generic N x M ULA
channel matrix with L rays, given in (1.19), is expanded in (1.22), emphasizing the
column g € [1; M] and the row p € [1; N]. Considering (1.15), the mean of [Hyral, ,
is equal to zero

L
E [[HULA] i| = — |k deeJCD(p—l)sm(b[ e—ng(q—l)sm(j)é ]
P
22 =
L
1 @ (1.23)
_ZE[W]E [eJCDP 1)sing{” ,—j¢D(q—1)sin 6 }
VL = ~-
=0.
and the statistical power is equal to
2 1 Lk A O ®
" “[HULA]M } B ZE ZZQZQ:GJCD(IJ_I)SIH% e ICP(g—1)sindy
*JCD(p 1)sm¢<’”) ICD(a— 1)sm¢>(”]
(1.24)

pICD(p—1)sing)” ,—j¢D(q—1)sin ¢;”

EZL: [1gel*] {

|

The result in (1.24) is reached exploiting the independence between the gains g and
the angle of rays ¢, that leads to

'.—‘hl

E[IgAZ}EUeKD(p1>sin¢é”ea‘w<q1>sin¢é”’2 —1  if (=0
(1.25)

r . . 2
E (g E g, E [ ICD(p—1) sin 6 )e—ch(q—l)sm&“‘ ] =0 if (+#o.
N e
0 0

The statistical power value of each entry of Hypa in (1.24) assures that (1.2) is true
for the ULA channel model.
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Chapter 1 - A channel model for mm-wave

The correlation of ULA channel

In this section we provide an expression for the entries of the ULA channel Tx and
Rx correlation matrices,

Rry = E [H{j; \Hura] and  Rpx=E [HuaH{ 4] . (1.26)

According to matrix product, the expressions of the generic element on row p and
column ¢ are

[Rerl,,, = E [row, (H,,) coly (Hura)] = E | (col, (Flupa))" col, (Fura)| (1.27)
and
Rinsl,,, = E [row, (Hupa) col, ()] = B [row, (Hup) (row, (Hua)'| - (1.28)

Starting from (1.27) we have

L
(t)
R, :—E ZZZ G goe?S DB 56} —iCD(a—1)sin 6 ]
i=1 /=1 o=1
N (1.29)
— JCD(p=1)sing(” ,—j¢D(g—1)sin 6
=7 2 DB |giae : ,
/=1 o=1
as the terms in the summation are independent of the row index ¢ = 1, ..., N.

Exploiting the independence between the gains g and the angle of rays ¢, the ex-
pectations in (1.29) are equal to

E [’g€‘2:| ]E |:€jCD(p—q) Sinqﬁy)] lf g — 0
E[g;] E [9.) E [ejkD(Pfl)Sinaﬁ?)e*jCD(qfl)sin¢>(0”] —0 if (4o (1.30)
—— N~

0

0
therefore (1.29) can be rewritten more compactly

Red,, =7 ZE |ge L R o [ I CE 1Y

where from (1.7) ; ~ U [Pmin; Pmax] for each ¢ =1, ... L, hence, for simplicity,
the subscript £ is dropped.

Similarly, the generic entry on row p and column ¢ of the correlation matrix Rgy is
equal to

[RRx]pﬂ = ME [ejCD(p_q) sin ¢(") . (1‘32)

From (1.7) ¢® and ¢ are both distributed as a random variable denoted by ¢,
uniform in [@min; Pmax|, characterized by a probability density function (PDF) equal
to

0, otherwise.

1 .
f¢(a) _ {M7 ac [¢m1na ¢max] (133>

10



1.1 - Channel impulse response

Applying the expectation law of a function of a random variable, we are able to
provide a closed form expression for the generic entry on row p and column ¢ of the
Tx correlation matrix

N e J¢D(p—q)sina
Ry, = o — b , e da (1.34)

and of the Rx correlation matrix

min

M Pm eD(p—q)sina

We note that the amplitudes of the correlation matrix entries are independent of
the number of rays L for the ULA channel model.

Numerical examples of ULA correlation

A couple of numerical examples for the amplitude of (1.34) with ¢ = —60°,
Omax = 60°, wavelength A = 0.005 m, M = 6, L = 20, are given with an antenna
separation D = \/5

[ 1 078 0.28 0.16 0.30 0.13]
078 1 0.78 0.28 0.16 0.30
abs ( 1 ) _ (028 078 1 0.78 0.28 0.16
0.16 0.28 0.78 1 0.78 0.28
030 0.16 0.28 0.78 1 0.78
10.13 0.30 0.16 0.28 0.78 1

(1.36)

and D = 2\

1012 001 0.06 0.02 0.04]
012 1 012 001 0.06 0.02
1 001 012 1 012 0.01 0.06

abs (NRTX)_ 006 0.01 012 1 012 0.01] (1.37)
0.02 0.06 0.01 012 1 0.12

10.04 0.02 0.06 0.01 0.12 1

We observe that by increasing D leads to a decreasing correlation between elements.
Moreover, for D = A/5 the correlation between adjacent element can be quite high.

1.1.3 Remarks on the number of rays

Both ULA and UPA channels given by (1.19) need a value for L. How great is the
number of rays due to reflections or difraction phenomena in a mm-wave scenario?
Experiments [3, pp.314] at 38 GHz show that, in absence of rain and with a clear
line of sight, no multipath reception could happen. This may be expected, since the
specular reflected wave is reduced due the the rough surface scattering, moreover
reflected waves with large angle of arrival are rejected by directional antenna radi-
ation patterns. At higher frequencies, (more than 60GHz) these considerations are

11
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Figure 1.4: Geometrical reflection model.

much appreciated because scattering due to irregular surface is greater and antenna
radiation patterns narrower. However multipath may be observed during rain and
also in clear weather conditions, if the path is obstructed by foliage, or there are
reflecting objects near the direction of propagation.

At this point a ray-tracing simulation for a given propagation environment may be
a solution, but we are interested in a general approach, oriented to an estimate of
L.

In [3, pp. 316], a simple geometrically based mm-wave channel model is developed,
and it is summarized in the next sections.

Multipath considerations for mm-waves

The reflection coefficient, defined as the power percentage conserved after a ray
undergoes a reflection, is dependent on polarization of the electro-magnetic field,
angle of incidence, dielectric properties of the scatter and its surface roughness. In
[16] some expressions are given.

When highly directional antennas are used, strong multipath components are caused
only by scatters close to the line of sight (LOS) path, therefore the angle between
the incident wave and reflecting surface is very small, hence effects of the surface
roughness are negligible and the reflection coefficient has an amplitude close to unit
value. For a worst case scenario each scatter in next considerations is assumed to
be a perfect reflector. The simple reflection model in Figure 1.4 is considered and
the definitions of “relative received power” and “excess delay time” are given for a
scatter present in a point of coordinates x, y and z.

Relative received power

The relative received power of the /-th ray, AP, is defined as the ratio between the
power of the LOS ray weighted by the radiation pattern of Rx and Tx antennas and

12



1.1 - Channel impulse response

the power of the /-th ray. If d represents the LOS length between antennas and if
the distance covered by the /-th ray from transmitter to receiver is d; + ds, as in
Figure 1.4, it is

d 2
APz, y, 2) = A, (61, D) A, (. 0,) ( - dg) , (1.38)

where the angles are defined in Figure 1.4.

Excess delay time

The excess delay time is defined as the delay between time of arrival of /-th ray and
LOS

(di +dy — d)

C

Tf(xa Y, Z) - (139)
Indeed it is path length difference between the two path divided by the propagation
speed, in this case the speed of light c.

Relative power zone and excess delay zone

By equating (1.38) and (1.39) to a couple of constant desired values, a space surface
can be drawn in an appropriate space system. For example, a surface generated
by (1.38) with [AF],z = 10 represent the points loci where, if an ideal reflector
is present, a reflected ray, 10 dB less powerful than the direct one, is generated.
Moreover a reflector on the surface generated by (1.39) with 7 = 3 ns may generate
a ray delayed 3 ns respect to the direct one. The surfaces are called relative power
zone and excess delay zone respectively. A couple of illustrative example in azimuth
plane are provided in [3, pp. 319].

A simple estimate of L

By overlaying the plots onto a site map and identifying potential scatters, the delay
and power of possible multipath components can be estimated. On the other hand,
by fixing the maximum AP, and 7, for the considered system, estimation of the
number of significant rays L can be given by considering, as an example, only first
order reflections.

We are interested on the maximum dimension of the space volume, inside which,
objects can act as potential reflectors. We denote with y,, and yq4, the radii of
a couple of imaginary cylinders between Tx and Rx on which surfaces, potential
scatters, could generate reflected rays described by a relative power and excess
delay, defined in (1.38) and (1.39), respect to the direct ray. In Tables 1.1 and
1.2 are given example values for the transversal dimension of relative power zone,
Yp, and of excess delay time zone, yq,, showed together, for simplicity, in Figure
1.4. These values are taken from the configuration, presented in [3, pp. 319], of a
system with a rectangular horn antenna as the transmitter and a circular parabolic
antenna as the receiver.  Given d and the maximum AP, (for example equal to

13



Chapter 1 - A channel model for mm-wave

Table 1.1: Relative power zone radii, yp,.

AP [dB]

Ypa [m] 5 10 20 30 35
05| 7 10 19 35 46
1 |145 195 385 70 92
2129 39 77 140 185
51 72 96 192 352 461

d [km]

Table 1.2: Excess delay zone radii, yq,.

7 [ns]
Yaz (0] 10 20 30 40 50
05274 388 476 551 617
388 549 67.2 777  86.9
548 775 950 197 122.7
67.1 949 116.3 134.3 150.2
775 109.6 134.2 155.0 173.4
86.6 1225 150.1 173.3 193.8

d [km]

Ol > W N~

the sensitivity of the receiver), an estimation of L can be provided with a few steps
procedure:

1. find out y,, from Table 1.1;

2. enumerate the number L’ of possible scatters inside a cylinder with a radius
equal to yp,, with the help of a site map;

3. for each reflector evaluate the reflected ray excess delay 7, from Table 1.2, and
compare it with the symbol period;

4. the number L of rays is comparable to the number? of reflectors L’ and the
delay of each ray can be estimated by using Table 1.2.

2L may be equal to reflectors number only if rays generated by first order reflections are con-
sidered, otherwise L my be greater than the number of scatters if second or third order reflections
are taken into account.

14



Chapter 2

Optimal and sub-optimal
beamforming

At the beginning of this chapter we introduce the general framework for the per-
formance analysis, in terms of signal to noise ratio (SNR), of a mm-wave MIMO
system.

Next we discuss, from a theoretical point of view, the state of art and various sub-
optimal array gain techniques for conventional MIMO systems. These approaches
require all antenna signals to be independently analog acquired and jointly processed
at base band in the digital domain. This aspect could be a problem in the physical
implementation of low cost wireless terminals, where hardware complexity should
be limited.

Finally we investigate methods present in the technical literature that shift part of
the spatial signal processing from base-band to the analog RF front-end in order to
reduce the number of analog to digital converters. This perspective of reducing the
hardware complexity should be very interesting for mm-wave systems.

2.1 SNR definitions

We introduce various definitions of SNR that are used later to evaluate and compare
the performance of the systems considered. We start by defining the average SNR,
with respect to noise and channel gain, of a simple single input single output (SISO)
system denoted here additive white Gaussian noise (AWGN) channel. Next, we
extend the definition of SNR for a MIMO system.

2.1.1 AWGN channel

System model

Figure 2.1 shows the base-band equivalent of a flat-fading AWGN channel system,
while Table 2.1 gives the description of the signals. The noise n is Gaussian dis-
tributed with zero mean and variance o2,

n ~ CN(0, o2). (2.1)
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s=x 3 Q r=Y

T,

Figure 2.1: AWGN system.

Table 2.1: Signals associated to the AWGN system.

x € C information symbol

s € C transmitted signal

h € C channel gain

n € C additive noise

r € C received signal

y € C received symbol at decision point

In the system considered
sS=x and r=y (2.2)

because there is no presence of precoding or combining that could invalidates (2.2).

SNR expression

The received signal, considering (2.2), is equal to

y=r=~hs+n=hr+n. (2.3)
We denote with

M, =E[|n°] and M, =E[z]’] (2.4)

the statistical power of the channel gain h and the information symbol x respectively.
The expression of the average SNR at receiver, called I'awgn, is given by

Eno [|he)?] By [P Ee [|27] MM,
Fawen = {é B"ﬂ] = dl l% | ]: Z_TQL (2.5)

Setting the statistical power of the input sample and of the channel to one
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T S r
Precoder H /—D Combiner Y
M N \’/ N
n

Figure 2.2: MIMO system.

Table 2.2: Signals associated to the MIMO system.

MeN number of transmitted antennas
N eN number of receive antennas
reC information symbol

secCM transmitted signal vector

H ¢ CV*M  matrix of channel gains

necCV additive noise vector

reCV received signal vector

yeC received symbol at decision point

2.1.2 MIMO channel

We consider now a generic MIMO configuration with M antennas at the transmitter
and N antennas at the receiver, characterized by a single input stream and a single
output stream'. We provide a SNR definition associated to a specific channel real-
ization and averaged with respect to the noise contribution. Moreover, we define a
functional that measures the improvement, in terms of SNR, of the MIMO system
respect to the AWGN case.

System model

Figure 2.2 shows the system considered and the precoder and combiner elements
represent the most general form of processing that we prevision. Table 2.2 gives
the description of the used symbols. The received vector noise n is modelled as a
complex circular independent identically distributed (i.i.d.) Gaussian noise vector,

n~ N (0, o21y), (2.8)

where 02 is the variance of the generic entry of n, which is distributed as (2.1).

SNR expression

At the decision point, for a given channel realization H, after the combining opera-
tion of received signals, we consider the SNR, expressed by I', as the ratio between
the statistical power of useful part of the signal over the statistical power of the

!The multiple antennas architectures considered throughout all this work are aimed at increasing
the SNR, exploiting Tx and Rx diversity. In this scenario we are talking about array gain, see [17,
p. 7]. In other words, we are interested on exploiting the array gain rather than the multiplexing
gain of a multi antenna system.
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Chapter 2 - Optimal and sub-optimal beamforming

noise component. Next we normalize I' to the channel noise and define the metric

r
Y=L : (2.9)
AWGN
Moreover we will characterize the system performance on average with respect to

the channel and define

r

== b
Iawen

T—Eu[l], 75=Eul (2.10)

where Eg [-] denotes that the expectation is taken with the respect to the channel

H.

2.2 Optimal beamforming (state of art)

We seek now to design the optimal precoder and combiner of Figure 2.2 in order to
maximize v in (2.9). We will see that the optimal solution is represented, both at
Tx and Rx side, by the maximum ratio beamforming (MRB).

2.2.1 Framing of the problem

The precoder and combiner in Figure 2.2 are substituted by two vectors of weights
called beamformers. Let

f=[fi - fu] eCM (2.11)
and
u=[u; - uy] eC¥ (2.12)

be the transmit and receive beamformers. The input stream modulates the Tx
antennas array by the weights of f, while the received vector signal is recombined
to an output single stream by weight vector u from the array of antennas at re-
ceiver. Figure 2.3 represents the described system. The transmitted vector signal s
is represented by the entries

s=[s1 - SM}TECMXI, (2.13)
and its expression is
s =fz. (2.14)

We note that if the transmitted signal s is subject to an average power constraint
P it implies that also the power of the beamformer f is constrained and it must be,

E[lsl?) = lePw <P — < (2.15)
The received signal r is denoted by the vector

r=[r - ry]leC¥ (2.16)
and it is equal to

r = Hfz +n. (2.17)
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Figure 2.3: System model of optimal beamformer.

SNR expression

The reconstructed signal y is equal to

y = u'r = u"Hfz 4+ u"'n, (2.18)

where n is defined in (2.8).
Without loss of generality, let is consider x with unitary average power (M, = 1)
and a transmission power constraint P = 1. Hence from (2.15) it must be ||f|* = 1.

Moreover we assume a unit statistical power for each entry of the channel matrix
H, as from (2.6)

2
}:1, p=1,...,N, q=1,..., M. (2.19)

If also the power of the combiner is equal to one? (|[ul|*> = 1) we can provide the
expression of I' for the system if Figure 2.3

E, |[u"He|"] g

I'= 5
E, [[utn]’ &

, (2.20)

2A power constraint on the combiner u has no effect on system performance; however, for
. . . . 2 . .
simplicity, from now on we consider ||ul|” = 1 unless otherwise specified.

19



Chapter 2 - Optimal and sub-optimal beamforming

which is dependent on the channel realization H and, therefore, random distributed.
It can be worth to state that

N
E, Danﬂ =K Zu;"nz
i=1

TN N
=E, E E UIN UGN,

Li=1 o=1

2

(:) iE [|u*n2|2} (2.21)

N
=) ufl’
i=1

2
= oy [[ull

the equality (1) comes from the zero mean and statistical independence of the entry
of n.
In turn, from (2.20), (2.9) becomes

vy = |u"HE[". (2.22)

This means that for the system in Figure 2.3 7 is independent of the power of noise

0.2

We note that for a SISO configuration with M = N =1, itisH=h, f =u=1.
Indeed all beamformers approach have identical performance and, from (2.22), v =
|h]>. As |h| is Rayleigh distributed and has a unit statistical power, E Uh|2] = 1.

Instead v = |h|? is exponential distributed and its mean and variance are given by:
F=ER =E[r’]=1 o2=M-F =1 (2.23)

because the statistical power of an exponential random variable is equal to M, =

2 (E [InP]") = 2.

The optimization problem

We are focused now on finding weight vectors f and u that maximize the functional
(2.22). The optimization problem can be outlined as

arg max ‘uHHf|2
f,u

subject to HfH2 =1 (2.24)

2
[[uf|” = 1.

The constraints on the squared norm of the beamformers suggest that + should be
maximized by choosing the optimal f and u with no increase of the needed power.
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2.2 - Optimal beamforming (state of art)

2.2.2 Singular value decomposition approach (SVD-MRB)

The solution of problem (2.24) is well known in the literature [17, pg. 44] and implies
the singular value decomposition (SVD) decomposition of channel matrix H. In the
next section we briefly summarize the procedure and outline the maximum value
reached by v for a given channel, next, some numerical values of 7 will be given.

The SVD-MRB solution

The complex N x M channel matrix H with rank p has the following SVD decom-
position [17]

& e 0]
o ) g
e 0 ... & _
H=UZF"=[u; ... uy] 0 .. 0 S (2.25)
| LER
L0 0
where
e the non-zero diagonal real values of 2 € R¥*M are called singular values of

H and they satisfy

E1>&>>¢&,>0, (2.26)

e the column vectors of U € C¥*¥ denoted by uy, ..., uy are the left singular
vectors® of H,

e the column vectors of F € CM*M denoted by fy, ..., fi; are the right singular
vectors of H.

The complex matrices U and F are said to be unitary, which entails
UtU = uUu" = 1,, FHF = FF" =1,,. (2.27)

It can be shown that the optimal beamformers for the problem (2.24), denoted by
fsvyp_mrB and usyp_mrp are equal to the right singular vector associated to the
largest sigular value and to the left sigular vector associated to the largest singular
value respectively. In symbols

fsyvp-vre =11 and  ugyp_mrB = Wi (2.28)

3We recall that the left singular vectors of a N x M matrix A are the eigenvectors of the
hermitian matrix AAH, while the right singular vectors of the same matrix are the eigenvectors
of AHA. Both AA" and AHA have the same eigenvalues which are equal to the squared singular
values.
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Chapter 2 - Optimal and sub-optimal beamforming

We note that the constraints on the squared norms of beamformers are satisfied as
from (2.27)

||f1||2 = tr (lefl) =1 and ||111”2 =1tr (u?ul) =1. (229)
Applying (2.28), v in (2.22) is equal to
Y= |u1HHf1‘2
& e 07 2
. : g
:u'f[ul uN} 8 %’ 6
H
| U (2.30)
0 ... 0
2
= () (1) 6+ () (55) €,

=&,
which is equal to the largest eigenvalue of the Hermitian matrices H'H or HH".
From (2.10) the average performance with respect to the channel is measured by

7= En [¢&], (231)

some numerical values are given.

Performance analysis

Let us consider a L = 20 rays environment and a carrier with a wave length A =
0.005 m. Two ULA arrays at Tx and Rx sides, made of antenna elements separated
by D = \/5, characterizes the channel, which is modelled as a matrix Hypa € CNxM
expressed by (1.19). The transmitter and receiver rays angles, ¢; and ¢,, are both
uniform random variables in the sector [—60°; 60°] on azimuth plane, as from (1.7).
Figure 2.4 shows how 7 for the optimal SVD-MRB approach increases with the
number of Tx antennas and Rx antennas. Table 2.3 collects some standard deviation
values of (2.30). Finally it is interesting to see the distribution of the random variable
(2.30) around its mean value for different channel realizations. In this perspective
we consider the cumulative distribution function (CDF) of v = ¢7 defined as

F.(a)=Pr(y <a) acR, (2.32)
while its PDF
(o) = 22, (2.33)

Figure 2.5, reports a simulation of f,(a) over 5000 channel realizations. From Table
2.3 and Figure 2.5 we note that the standard deviation o, is comparable with the
mean and therefore very high, this is due to the statistical properties of the channel
considered.
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Figure 2.4: Simulated 7 in (2.31) for various values of N and M, over 5000 channel

realizations.

Table 2.3: Simulated values of the standard deviation, o, over 5000 channel

realizations for SVD-MRB.

M
oy [dB] | 4 10 20 60
1 |-0.01 465 724 934 12.64
450 921 11.73 1357 17.14
N 10| 717 1159 13.90 1597 19.60
20 | 9.34 1365 1591 17.91 21.70
60 | 12.65 17.22 19.60 21.63 25.39
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Figure 2.5: Simulated PDF of v as from (2.30) for 5000 channel realizations.

Remarks on performance

As expected, from Figure 2.4, performance of the SVD-MRB improves with the
number of Tx and Rx antennas. We note also that (2.30) is independent of the
noise power o2, in other words the improvement of the SNR with respect to the
AWGN case does not care about how high is the noise power. Of course this is
an ideal solution: the perfect knowledge of the channel matrix is required at Rx
and Tx side, moreover the procedure implies the SVD decomposition of H and
this could be a challenging task from an implementation point of view. The result
given by SVD-MRB, however, is important and represents an upper-bound for other

approaches.

2.2.3 lterative approach (I-MRB)

Applying the SVD decomposition of the channel matrix, the SVD-MRB provides a
solution, in closed form, to the problem (2.24).

We investigate now an iterative approach to get the same solution [18].

For multiple input single output (MISO) (N = 1) or single input multiple output
(SIMO) (M = 1) systems, the optimal solution to (2.24) is provided by simple
expressions known in literature as maximum ratio transmission and mazimum ratio
reception. Part of the work in [18] exploits the simple MISO and SIMO solutions
cyclically in a procedure that converges in few iterations (3 <+ 7) to the SVD-MRB
performance.

In next two sections this procedure is explained from a general point of view. This
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2.2 - Optimal beamforming (state of art)

will also represent a starting point for the resolution of (2.24) with more constraints
on f and u, which will be later considered for suboptimal beamforming solutions.

Splitting and reformulation of the problem

Assuming that optimal f,; or, alternatively, uop is known, problem (2.24) can be
splitted into an iterative SIMO and MISO optimization problem. Let us set

hSIMO = Hf(,p:C € (CNXl and hMISO = uOHptH c ClXM. (2.34)

The SIMO and MISO optimization problems are, respectively, expressed by

arg max ‘uHhSIMO ‘2 arg max |hMISOf|2
u £ (2.35)
subjectto |lul|* =1 subjectto ||f]* = 1.
Let:
Gsmo = hspiohlpo € CVY Guso = hijsohaiso € CY*M
R, = uu" e CVN R; = ff" e CMM (2:36)
both problems in (2.35) can be rewritten in an equivalent form
arg max tr (GSIMORu) arg max tr (RfGMISO)
Ry Re
subjectto tr(Ry,) =1 subjectto tr(Rg) =1 (2.37)
Ru t 0 Rf i 0
rank (Ry) =1 rank (Rg) =1

where > 0 denotes that the matrix has to be positive semi-definite.

The split of MIMO optimization problem into SIMO or a MISO scenarios in (2.35)
and the reformulation presented in (2.37) are not enough to carry out a simple
solution. Indeed, the two optimization problems in (2.37) still remain non-convex.
Note that the objective functions and power requirements are linear in R,, and Ry,
furthermore the positive semi-definite requirements are convex, however the rank-
one constraints are non-convex.

The kind of problems in (2.37) can be relaxed to a convex optimization problems by
omitting the rank-one constraint yielding to a semi-definite problem, which can be
resolved by public domain algorithms. The solution of the relaxation may represents
the optimum if it satisfies the rank-one constraint, otherwise a suboptimal solution
can be found exploiting heuristics [18, pp. 5397].

Fortunately the semi-definite relaxation, in the particular case of SIMO or MISO,
as the case in (2.37), leads to an optimal solution that can be given by a closed
expression.

Cyclic optimization procedure

The original SNR maximization problem in (2.24) is based on the fundamental
assumptions made in (2.34) that imply the knowledge, a priori, of the optimum
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Chapter 2 - Optimal and sub-optimal beamforming

beamformer at transmitter and receiver for the SIMO or MISO problem, respectively.
In order to bypass this issue, [18, pp. 5398] proposes a simple cyclic procedure that
can be described in few steps.

step 0 Set u to an initial value, for example a vector where entries are all equals to

1/vV'N);

step 1 obtain the transmitter beamformer f by solving the MISO problem in (2.37),
setting hyiso = utH, where u is fixed at its most recent value;

step 2 update the receiver beamformer u by solving the SIMO problem in (2.37),
setting hgpyio = Hf, where f was obtained in step 1;

step 3 iterate step 1 and step 2 until a given stop criterion is satisfied.

The procedure is simple and numerical simulations show that it converges in 3 + 7
iterations, depending on the values of M and N. Note that if the procedure is starts
with the initialization of f instead of u, the final result does not change.

The iterative maximum ratio beamforming (I-MRB) solution

The I-MRB approach represents the solution of problems (2.37) with only the rank-
constraint relaxation, no other constraints are added, therefore, the considered op-
timization problems for SIMO and MISO are described by

argmax  tr (GsnioRu) argmax tr (ReGyso)
Ru Rs
subjectto tr (Ry) = 1 subjectto tr (Re) = 1 (2.38)
Ry, >0 Rt = 0

respectively. The optimal solutions u;_yrp and fi_ygrp can be shown ([18, pp. 5396],
[19, pp. 1459]) to be equal to

h h!
SIMO and fI—MRB = __MISO (239)

ur_ =
I-MRB ||hMISO||7

hsmvo ||

where hgno and hygso are evaluated by the above cyclic optimization procedure.
The beamformers in (2.39) are known as mazimum ratio combining and mazimum
ratio transmission, respectively.

The corresponding SNR v in (2.22) is given by

2
Y= ‘UIH_MRBHfI—MRB’ . (2.40)

Figure 2.6 shows how the average functional (2.40), over 5000 channel realizations,
converges to the SVD-MRB performance for a sample system configuration.

26



2.2 - Optimal beamforming (state of art)

16~

PP e & L —@- L J
151 -7
>
14 !
/
/
13 !/
/
/
/
'5*12* ;
< /
=, M =
[~ 11k // 5
/
o,/ N =10
/
/
9
/
8*1
' —SVD-MRB
| | | | _._I_ B |
7 T
0 1 2 3 4 5 6

Iteration number

Figure 2.6: Convergence behaviour of the I-MRB approach.

Table 2.4: Simulated values of the standard deviation, 0., on 5000 channel
realizations for -MRB with 6 iterations.

M
oy [dB} | 4 10 20 60
1 [-001 465 724 934 12.64
4 | 450 921 11.74 1357 17.15
N 10| 717 11.59 1391 1599 19.65
20 | 934 13.66 1594 17.95 21.76
60 | 12.65 17.24 19.65 21.68 25.48

Performance analysis

We report in this section the same performance evaluation for I-MRB that have been
done previously for SVD-MRB. The propagation environment is also the same, as
the channel model.

Figure 2.7 shows 7 for the I-MRB approach versus the number of Tx and Rx an-
tennas. Table 2.4 collects some standard deviation values and Figure 2.8, plots a
simulated PDF over 5000 channel realization.

Remarks on performance

We note that the I-MRB (with 6 iterations) performance is equivalent* to that of
SVD-MRB. The iterative procedure is simpler because it exploits closed form for-
mulas of the MISO and SIMO beamformers.

4The average values of 7 in Figures 2.4 and 2.7 are the same and also the standard deviations
and the PDF's are comparable.
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Figure 2.7: Simulated 7 of I-MRB for various values of N and M, over 5000
channel realizations.
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Figure 2.8: Simulated PDF of v as from (2.40) for 5000 channel realizations.
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2.3 - Suboptimal beamforming approaches

However both optimal MRB approaches carry difficulties for a possible implemen-
tation in the analog domain: in fact a phase splitter has to separate the quadrature
from in-phase component and two independent variable gain amplifiers should be
applied at each branch before combining.

2.3 Suboptimal beamforming approaches

We have just said that the MRB represents an upper-bound to the MIMO array
gain obtained by Tx and Rx beamformers. However, splitting the original problem
into simpler SIMO and MISO problems (2.37) is useful to give an (iterative) solution
for other suboptimal beamforming architectures.

In [5] various beamforming approaches are considered by adding increasing con-
straints, in problem (2.24) or equivalently in problems (2.37). Two of them are
reported here:

e iterative real weights beamforming (I-RWB);
e iterative equal gain beamforming (I-EGB).

The former provides real beamformers, the latter implies beamformers with unitary
amplitude. In particular, using an analog implementation, in the RF perspective,
[-RWB solution simplifies hardware components, indeed the phase splitter is no more
necessary and there is only one variable gain amplifier for each antenna. The I-EGB
instead implies only a phase shifter for each antenna.

2.3.1 Iterative real weights beamforming I-RWB

This approach requires that beamformers are real valued. Two optimization prob-
lems are considered

argmax tr (GsmoRu) argmax tr (RgGyso)
Ru R¢
subjectto tr(Ry) =1 subjectto tr(Rg) =1 (2.41)
Ru i 0 Rf i 0
ue RV f ¢ RM*1,

In this case the optimal solutions u;_rwp and fi_rwg are given in closed forms as the
eigenvector corresponding to the largest eigenvalue of R {Ggsmo} and R{Gwmso},
respectively [5, pp. 2376].
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Chapter 2 - Optimal and sub-optimal beamforming

Table 2.5: Simulated values of the standard deviation, o.,, on 5000 channel
realizations for -RWB with 6 iterations.

M
oy [dB] | 4 10 20 60
1 | -001 424 635 803 10.89
4 | 412 851 1054 12.12 15.05
N 10| 6.34 1038 12.24 13.94 16.96
20 | 807 1215 13.85 15.54 18.66
60 | 10.90 1523 16.87 1856 21.66

2.3.2 lterative equal gain beamforming I-EGB

The I-EGB approach works only on the phase of beamformers, keeping the gain
constant. The [-EGB optimization problems are expressed by

argmax tr (GsmoRu) argmax tr (Re¢Gynso)
Ru Rs
subjectto Ry =0 subjectto Rg >0
1 1
Ll N a= =1 M
[Ru]l,z N7 ? ) ) [Rf]zﬂ M’ ? ) )

(2.42)

in this way, the amplitude of all beamformers entries are forced to be equal to
1/+v/N and 1/v/M for u and f, respectively. Note that the amplification constraint
is implied in the equal gain constraint and, therefore, omitted.

The optimal solutions uj_ggp and fi_ggp to problems (2.42) have been shown [18,
pp. 5397] to yield

1 ejl(hSIMO)‘F@R and 1

up— — f_ =
I-EGB \/N I-EGB \/M

where /() represents the vector formed only by angles values of the operator ar-
gument entries. Moreover pp and @ are constant phase factor in [0; 27| and, for
simplicity they are set to zero: pr = pr = 0.

eI (Pnso ) Her (9 43)

2.3.3 Performance analysis

With the same channel model of Section 2.2.2 in Figure 2.9 we show 7 for - RWB
and I-EGB beamformers. For a comparison, performance of I-MRB is also reported.
Tables 2.5 and 2.6 collect some standard deviation values for - RWB and I-EGB,
respectively.

Remarks on performance

As expected, -RWB and I-EGB are characterized by lower performance with re-
spect to the optimal SVD-MRB because more constraints on beamformers. On the
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2.3 - Suboptimal beamforming approaches
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Figure 2.9: Simulated 7 comparison for M = 10 versus N, over 5000 channel
realizations.

Table 2.6: Simulated values of the standard deviation, o, on 5000 channel
realizations for I-EGB with 6 iterations.

M
oy [dB] | 4 10 20 60
1 [-001 433 665 860 11.80
4 | 416 870 11.04 1277 16.28
N 10| 656 1091 13.14 1523 18.89
20 | 862 12.90 1515 17.13 21.05
60 | 11.80 16.40 18.87 21.00 24.94
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Chapter 2 - Optimal and sub-optimal beamforming

other hand, this suboptimal approaches implies simpler hardware implementation if
they are performed in analog domain. Moreover the design procedures have a low
complexity, especially for the I-EGB, similar to that of -MRB.

2.4 Analog-digital beamforming (ADB)

Until now, only weight vector beamformers have been considered. In a mm-wave
scenario, working in the RF domain could be more convenient, but, often, we lose
the digital base-band flexibility.

It is known from SVD-MRB approach that the best transmit beamformer is the
dominant right singular vector of H and the best receive beamformer is the dominant
left singular vector of H. We investigate now a analog-digital beamforming (ADB)
layered architecture® [4] that takes advantages from the I-EGB (which is simpler
to construct in the analog domain) combined to a reduced number, with respect
to the antenna elements, of RF chains. However, this configurations needs a base-
band (BB) precoder and combiner in order to achieve MRB performance.

2.4.1 Framing of the problem

As in the previous sections, we consider a transmitter and a receiver with M and NV,
antennas, respectively. However, in this section, the transmitter is equipped with
Mgy RF chains with Mrr < M. Analogously the receiver has Nrr RF chains with
Nrr < N. The transmitter is assumed to apply an Mrr X 1 complex valued base-
band precoder, called fgg, followed by a RF precoder Fgrp € CM*Mrr - Similarly, the
receiver is constituted by a RF combiner Ugry € CY*MrF and a base-band combiner
ugg € CVre*1 The received signal is written as

y = upy UN L HFppfgpr + uliyUlin, (2.44)

n is defined in (2.8). The described system is illustrated in Figure 2.10, the digital
BB part is located before the digital to analog converter (DAC) at Tx and after the
analog to digital converter (ADC) at Rx. Moreover

T
fpp = [fBB,l fBB2 - fBB,MRF] € CMrrx1 (2.45)
and
-
upp = [UBBJ UBB,2 " UBB,NRF} € CNrrx1, (2.46)

We seek to design the precoder and combiner to maximize the performance in term
of 7, defined in (2.9), which, in this case, can be written as

Y= ‘uEHgBU}H{FHFRFfBB‘2 . (247)

®The main difference between our analysis and [4] is that we send only one data stream as
we do not exploit spatial multiplexing. Moreover, the system performance here are evaluated in
terms of SNR improvement respect to a single antenna architecture, differently, in [4], a capacity
maximization has been considered.
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2.4 - Analog-digital beamforming (ADB)

digital analog digital

N
N

[Pl [T

Figure 2.10: ADB architecture: BB equivalent model.

Optimization problem

From (2.47) the maximization problem is

2
arg max lups UnpHF rpfpp
FRrr, fBB, URrF, ups

subject to ‘[FRF].
‘[URF]i,j =
[Frefos)” =1

H yH |12 _
HuBBURFH =1,

where the constraints underline that the RF part of beamformer must apply changes
only on signals phases, and, as usual, beamformers do not amplify powers.

2.4.2 The precoder and combiner design

No general solutions are known for the optimization problem (2.48). The optimiza-
tion procedure is splitted between Rx and Tx side and a solution for an approxima-
tion of the original problem is proposed in the next section.

Joint analog-digital precoder

The receiver operations are abstracted® and the focus is set on the precoder design.
From (2.39), the optimal MIMO transmit precoder is the M x 1 dominant right
singular vector of H denoted by f,.:. The key intuition presented in [4] is to exploit
the structure of the ULA MIMO channel and the knowledge of the optimal precoder.

6 Abstracting the receiver operations assumes that optimal combining is performed at Rx side.
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Chapter 2 - Optimal and sub-optimal beamforming

In practice £, is approximated by a linear combination of Mgp columns of matrix
A,, given in (1.20), weighted by fgp entries:

fopt =~ Frefes = fep1[coli (Frr)] + - - + fBB.Mpe [COlMgye (FrE)], (2.49)

where the columns of Fry, indicated with col; (Frr), 7 = 1, ..., Mgy, are chosen
between the best columns of A;. This solution ensures compliance with the unitary
amplitude constraints on entries of Frp.

The optimization problem in (2.48) is rewritten, from the precoder point of view, as
the best layered precoder Frrfgp that minimize the “distance” from the optimum
precoder £,

argmin  ||fop — Frefps||
Frr, feB

subjectto col; (Frr) € {at (qﬁg)) ,1<i< L} , j=1 ..., Mgp (2.50)
||FRFfBB||2 =1

Now the precoding problem consists of selecting the best Myrr columns of A; and
finding their optimal combination fgg.

To solve the problem (2.50), [4, pp. 3785] proposes a simple iterative algorithm
displayed in Algorithm 1. The precoding procedure is based on the concept of basis

Algorithm 1 Precoder construction.

1: Frp ¢~ empty matrix
2: fgp + empty vector
3: fies fopt

4: for i =1 to Myr do
5 U+ APf,

6

0 <— argmax [\I’\I!H}“
e{1,...,L} ’

7. Frr + [Frelcol, (Ay)]
-1
fop < (FRpFrr)  Fhpfos
9: fres — fopt*FRFfBB

lfopt —FrrfeB]|
10: end for
f;

. __fep
11: fpp ”FRFfBB¥
12: return Fryp, fpp

pursuit and least squares. Algorithm 1 is summarized by next steps:

e find the vector a, (qﬁ((f)) , 1 <o < L, between the columns of A; along which

the optimal precoder has the maximum projection;
e append the o' column of A;, denoted by col, (A;), to the RF precoder Fgy;

e evaluates the least squares solution to fgp;
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2.4 - Analog-digital beamforming (ADB)

e the contribution of selected vector is removed from f,,; and the procedure
iterates finding the column along which the residual precoding vector f,s has
the largest projection;

e the procedure ends when Mgp columns of A; are selected, finally the transmit
power is normalized.

Receiver operations

So far, the focus has been set on the transmitter, abstracting the receiver operations.
In a similar way, abstracting the transmitter operations, the basis pursuit approach,
displayed in Algorithm 1 for the precoder, can be adopted also for the combiner
with the differences outlined in Algorithm 2. Separately designing the precoder and

Algorithm 2 Combiner construction.

Ugrp < empty matrix

upp < empty vector

Upes < uopt

for i =1 to Ny do
U Alu,,

0 +— arg max [\II\IIH}
¢e{1,...,L}

Ugp [URF|COIO (AT):|
upp < (UFH{FURF)_l UEFuopt

uopt —URrupsp
[[uopt—Urrupsl||

0

=

: Upes <
10: end for
11: upp < UBR

|[Urrugsll
12: return Ugp, upp

combiner, however, may leads to a loss in received power if at Rx side the number
of RF chains is lower than the number of RF chains at Tx side. In this case, a
performance loss happens because beamforming degrees of freedom at receiver are
limited and power can’t be collected in a lot of directions. Conversely a flexible
beamforming at receiver may be not useful if the Tx beamformer has few degrees of
freedom. As a result, transmitter has to consider the constrains, in terms of number
of RF chains, at receiver and vice versa.

In order to avoid the issue of mismatched precoder and combiner, [4] proposes to
schedule Algorithms 1 and 2 in according to rules expressed in Algorithm 3.

2.4.3 Performances analysis

With the propagation environment and channel model described in the performance
analysis in Section 2.2.2, a set of simulations is performed in order to evaluate the
ADB performance. In Table 2.7 are reported values of 7 for different values of
M, N, Mgrr and Ngg. Table 2.8, instead, shows standard deviations for the same
configurations.
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Chapter 2 - Optimal and sub-optimal beamforming

Algorithm 3 Precoder and combiner scheduler design.

1: if Mgr < Ngrr then
2
3
4 Uope < HFgpfpp
)
6: else
7
8
9

fopt H"Ugrpugp

fopt < dominant right singular vector of H
Solve Algorithm 1 which returns Frr and fgp

Solve Algorithm 2 which returns Ugr and ugg

Ugpt < dominant left singular vector of H
Solve Algorithm 2 which returns Ugrp and ugp

10: Solve Algorithm 1 which returns Frr and fgg

11: end if

Table 2.7: Simulated 7 on 5000 Hyp,a realizations for ADB.

_ M, Myy)
7 l4B] (1,1) (4,2 ((10, 5) (20, 10) (60, 15)
(1,1) |-002 578 996 1299  17.76
(4,2) | 585 1127 1491 1770  22.18
(N, Ngp)  (10,5) | 10.03 14.93 1810 2057  24.69
(20, 10) | 13.04 17.67 20.56 2278  26.70
(60,15) | 17.78 2218 24.66  26.69  30.31

Table 2.8: Simulated 0., on 5000 Hyrp,a realizations for ADB.

(M7 MRF)
oy [dB] (1,1) (4,2) (10,5) (20,10) (60, 15)
(1,1) | -0.01 445 717 922 1268
(4,2) | 457 9.00 11.60 1357  17.16
(N, Ngr) (10,5) | 7.23 1158 13.89 1591  19.51
(20,10) | 9.12 13.61 16.00 17.89  21.58
(60, 15) | 12.73 17.02 1942 2159 2531
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2.4 - Analog-digital beamforming (ADB)

Remarks on performance

From Table 2.7 we note that ADB reaches the performance of optimum SVD-MRB
of Figure 2.4 with the advantage of a reduced number of RF chains. We underline
that, we have sought to move, as much as possible, the beamforming in the analog
domain and reduce the number of analog to digital conversions. Indeed for mm-wave
this is convenient in terms of hardware cost and power consumption.

However the ADB approach carries also some disadvantages. First of all the algo-
rithm that compute the digital optimal weights, represented by the entries of fgp
and of ugg, needs further knowledge about the channel as matrices A; and A, de-
fined in (1.20) which are factors of Hypa. Moreover, the ADB procedure entails
inversion of matrices which could be numerically ill conditioned in some cases.
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Chapter 3

MRB with coarse quantization

In the previous chapters we have described the optimal and some sub-optimal beam-
forming architectures; in addition we gave performance evaluations with some com-
parisons between different systems. Each of these solution considers an array gain
also at Tx side, which implies a perfect channel knowledge at transmitter. More-
over, with the exception of ADB, nothing has been said if the implementation of
beamforming scheme is in the digital or analog domain.

In order to give a low-complexity approach, in this chapter we investigate a SIMO
configuration where the array-gain is exploited only at Rx side and there is no need
to transmit the channel state information (CSI) back at Tx. In particular the re-
ceiver performs a MRB in digital domain with the use of uniform ADCs with very
few bits. Performance is carried out under the assumption of both perfect channel
knowledge and with an estimate of it. We call these two approaches CQ-KC and
CQ-EC, respectively. Moreover, for both solutions, antenna selection can be con-
sidered in order to reduce the number of RF chains. After an analytical evaluation
that makes use of some assumptions, we also report a system simulation to validate
the analytical results.

3.1 System model

In Figure 3.1 is reported the BB equivalent of the reference system architecture. A
fully digital MRB needs 2N ADCs (one for in-phase and one for the quadrature
component), in the scheme the ADC couple is represented by one block for each
branch for simplicity.

3.1.1 Signals description

By introducing the channel vector
h = |:h1 ‘e hp hN:|T€CN><1’ (31)
from the received signal r € CV*!,

r =hz +n, (3.2)
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Figure 3.1: Receiver with antenna selections and ADCs.

where n is defined in (2.8), a selector chooses, in the analog domain, the Ny (Nge <
N) best branches

T
I,(sel) _ |:r§sel) . T]()sel) T}(\s/:ell)i| c (CNse1><1. (33)
The vector
W — |:w1 wp szcl]T c CNseIX]-’ (34)

gathers the quantization noise samples for each selected branch. The real and imag-
inary parts of w, in (3.4) are assumed to be uncorrelated.
The quantized received vector is written as

’r\(sel) _ I,(sel) I w= h(sel)x +n+w, (35)

where h®) represents the channel vector after the selector which gathers the chosen
channel gains.

Finally, the Ny, components of ()

are weighted by the combiner
u=[u - un,]" €CNaxl (3.6)

and the output sample y is obtained.
As the combining procedure is performed in digital domain there are more degrees
of freedom, indeed MRB is considered.

3.1.2 The selector policy

In Figure 3.1 the selector block chooses Ny antennas from the total set IV of received
signals. For each antenna branch the signal to noise ratio ©,, is given by

L N I

P E, “npﬂ - o

..., N. (3.7)

p=1

The selection policy is based on the choice of the branches with the best Ny values
of ©, in (3.7).
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3.1 - System model

3.1.3 ADC model

The in-phase and quadrature components of the received signal 7,, p =1, ..., N,
are digitally converted by two identical ADCs, which, for simplicity, in Figure 3.1
are represented by one block per Rx branch. Both converters are characterized
by a mid-riser [20] uniform minimum mean square error (MMSE) quantizer with
symmetrical saturation level Tésat) and 2° thresholds, where b denotes the number
of bits.

Let us consider the p-th branch. If we define the quantization error as w, = ?ésel)
r;(,sel) (and correspondingly w = T — r() the p-th ADC is characterized by the

signal to quantization noise ratio (SQR)

M, |hp|2 + o,

Q= = .
™ M, (3.8)
and by the parameter defined in [20]
A
f=——r, (3.9)
M,, /2

where M,, and M,,, represent the statistical power of 7’1(,501) and w,, respectively, while
A, is the quantizer step size.

The introduction of the additive quantization error w, can be represented with the
equivalent model of Figure 3.2.

In [20] the optimal 5 which maximize €2 is given by a joint minimization of the
granular and saturation errors for a Gaussian distributed input. Values are reported
in Tab. 3.1 forb=1, 2, 3.

Table 3.1: Optimal S and corresponding maximum {2 defined in (3.9) and (3.8),
respectively, for a Gaussian input.

b g max () (in dB)
1 1.5956 4.40
2 0.9957 9.25
3 0.5860 14.27

3.1.4 Two useful definitions

For later use a couple of useful definitions are given,

sel

Z (e[ (3.10)

sel

and
1 Neel
Z | bl (3.11)
sel 1
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Figure 3.2: The equivalent model of the p'* ADC.

if the elements of h®) are statistical independent of each others and Ny becomes
large, it holds

ﬁh —M,=E [{h;sel)‘g] and E‘jh —=Q,=E [’h;sel)}‘l] for Nsel — OQ. (312)

3.2 Analytical evaluation

In this section we give an analytical evaluation of the system for both CQ-KC and
CQ-EC approaches. The received signal, quantization noise and channel estimation
error are considered uncorrelated of each others and with these assumptions we
provide the analytical expression, in closed form, for the SNR improvement ~.

3.2.1 Analytical CQ-KC

We begin from the case of a perfect channel knowledge at Rx side.
In this situation the combiner is set equal to MRB, expressed in (2.39),

h(sel)
u = W. (313)

SNR characterization

From (3.5), the received signal at the decision point is
y = uMete) = " (mh(sel) +n+w). (3.14)

We consider, optimistically, that each ADC yields the maximum SQR as from Tab.
3.1. Next, we can use (3.8) to obtain

0721"‘ |hp|2

My, = 0

(3.15)
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If the entries of n and w are assumed statistically uncorrelated and u is equal to
(3.13), the overall noise power component of y in (3.14) yields

Nsel

Enw [|uH (n—l—w } ZE“W [u;

’ |, + wp|2]

Ngel
1) 3.16
=1
Z 1 Qh
+ ﬁ + = QMh

using (3.15).
Under the same conditions the power of the useful component of y is

2

Ngel
H (sel) 2] — 1 (sel) 2 2 — (sel) 2 — . IYd
E, [Juttoh)| TRCTTE ;VLP Pl B [Jef?] = 06| = Noaiy. (3.17)
Therefore, v in (2.9) becomes
. M
e = 319
Nbel (1 ot Qo2 M )

Let us note that, if no quantization errors are present (2 — 00), (3.18) becomes
equal to the SVD-MRB bound expressed in (2.30).

3.2.2 Analytical CQ-EC

Now at Rx side we know only an estimate of the channel. In other words h is
affected by a random additive vector noise z.

The combiner, is set to be as much as possible “close” to the MRB combiner in
(3.13), i.e

h(seD) hée) 4 4

— — 3.19
R Ty R (3.19)
where
N = N . T
h(sel) _ [hgsel) . hésel) . hg\s[fg] e (CNSSIXI’ (320)
is the estimated channel and
7 = |:Zl o o Zp . ZNscl]T c CNseIX]-’ (321)

represents channel estimation error vector.
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Estimation procedure and estimation noise

In this section the channel estimation procedure is briefly described and a statistical
model for the random estimation error is developed.

For the channel estimation we use a training maximum length sequence (MLS), with
unit amplitude samples xj, of length K. At the receiver, the MLS is correlated with
the received signal

P = by + N+ W (3.22)

If o denotes a lag time index, the correlation signal r _e)[o] between z and el
Tp,Tp
is defined by

K-
T, [0 kfiio (3.23)
k:
if v _en [0]} assumes its maximum for o = 0 it is
Z,Tp
= K-1
he = T, slsel 0] = — xk|2h(sel)+ Zm Np g + wy) = hED 42, (3.24)
D se k\"tpk p,k P P
K prd \1,./ —
pe

If K is large enough and if the random variables x} (n,x + w, ) are independent
through time instants k& the random variable z,, thanks to the central limit theorem?,
can be approximated by a normal distribution

2 Mw
2, ~ CN (0, %) , (3.25)

where the noise n, and the quantization noise w, are considered statistically inde-
pendent. It is clear that a large K leads to a smaller variance for z,, therefore to a
better channel estimate.

SNR characterization

If u is equal to (3.19) the received signal becomes

y = u" (xh(sel) +n+w)

1 3.26
= Hh(sel)H (.Ih(sel)Hh(Sel) + iCZHh(Sel) + h(sel)Hn + zHn + h(sel)HW + ZHW) 7 ( )
f X, X, ... is a sequence of i.i.d. random variables with mean X and variance 0% < oo,

K —
as K approach infinity, the random variables % > X — X converge in distribution to a normal
k=1

dlstrlbutlonj\/< , 7)
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3.3 - Simulative evaluation

which, under the assumption of uncorrelated noises, yields a SNR improvement -~
given by

@ M),
YCQEC =

2
In

11 1 2\ 7 1\ Q@ 1 1 1 W)
{8+ e e (GBI (8 B Crg)oi] bk (14 el
(3.27)

Note that if the estimation is perfect (K goes to co) (3.27) becomes equal to (3.18)
as expected.

3.3 Simulative evaluation

Above assumptions of uncorrelation may not hold if thermal noise is low and channel
gain is correlated across different antennas. To validate (3.18) and (3.27), values of
~ are obtained by simulations of the quantization errors. For a given channel vector
h, the overall noise vector v is obtained as the difference between the quantized
version of the received signal and the useful part, i.e.

v =16 — zhCD = n 4 w. (3.28)

3.3.1 Simulative CQ-KC

We start from the case where the channel is perfectly known at the receiver side.
Recalling the expression of y, given in (3.14), with a MRB combiner u equal to
(3.13), the SNR I" becomes

E. [|u”azh(sel)‘2} Hh(sel)||2 /No1
I = = = , . (3.29)
H sel)H
B | (0t w)F| ey [
and ~y
s ’Mh
Yoxo = (3.30)

E, [|h(sc1)HV’2] .

1
O—%Nsel ‘ h(sel)

The expectation at the denominator of (3.30) is approximated over many realizations
of v, which is obtained by (3.28).

3.3.2 Simulative CQ-EC

Now we consider a channel estimate at the receiver by a training MLS xj, of length
K.
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Figure 3.3: The p-th ADC scheme with correlator for channel estimation.

The simulation of the estimation procedure
From (3.28), at instant k

Upk = %szl) - Ikhésel) = xkhfel) + Ny + Wy — xkhfel) =Ny +Wpi.  (3.31)

Recalling the expression of the p-th estimated channel gain /ﬁ;sen, given in (3.24), we

report the expression of the p-th estimation error z, in relation to the overall noise
v,k defined in (3.31)

2 = By — WS = = (g + wpi) = 7 D i (3.32)
k

The simulation of the estimation procedure is illustrated in Figure 3.3.

It is important to underline that, in this case, no assumptions on the statistical
independence over time k for xjv, is done, therefore the central limit theorem is
not used to obtain the distribution of z,.

SNR characterization

After the simulation of the channel estimation error vector z, composed by the
entries z, given in (3.32), we are able to test the performance of the receiver with
the approximated MRB combiner defined in (3.19). The expression of the output
signal y, recalling (3.26) with the use of the equivalent noise vector v, becomes equal
to

y = l_lH (xh(sel) + V)

: 3.33
= ey (VRO 4 2z hED 4 R 4 a) (3.33)
that yields
(s) i,
A e = | .
CQEC ——L F,, ||zzHh6e) 4 hiseDHy 4 sz|2]
02 Nyat || mlse) |77

where M, is defined in (3.10).
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Figure 3.4: Analytical and simulative CQ-KC average v curves vs. the number of
antennas N. The values are averaged over 1000 noise realizations and 5000 channel
realizations, I'awan = 0 dB.

3.4 Performance evaluation

In this section we show some curves of the average SNR improvement ~ versus the
number of antennas. Performance evaluation is for the same channel settings and
propagation characteristics of Section 2.2.2.

3.4.1 CQ-KC performance

Figures 3.4 and 3.6 show, for two values of ['awgn, the average SNR improvement
7 versus the number of receiver antennas N. Figures 3.5 and 3.7, on the other
hand, show the same curves versus the number of selected antennas Ny, over the
total array size of N = 60. The solid curves with full circles represent the SVD-
MRB bound without quantization, or equivalently when w = 0, the solid curves
denote the analytical performance (3.18), while the dashed curves represent the
simulated performance (3.30). For each I"'awan, results, are reported for two different
quantization granularity, b = 2 and b = 3.

Remarks on performance

In the high noise scenario (I'awgny = 0 dB) in Figures 3.4 and 3.5, the average
SNR improvement 7 is relevant and greater than the case when I'aywony = 5 dB,
reported in Figures 3.6 and 3.7. From a general point of view, in the case of low
noise, the quantization noise dominates over the thermal noise and only with a high
number of bits we can reduce the SVD-MRB bound gap. We note also that the
gap between analytical and simulated curves is remarkable only with few bits and
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Figure 3.5: Analytical and simulative CQ-KC average v curves vs. the number of
selected antennas Ng over N = 60 Rx antennas. The values are averaged over
1000 noise realizations and 5000 channel realizations, I'ywgn = 0 dB.
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Figure 3.6: Analytical and simulative CQ-KC average ~ curves vs. the number of
antennas N. The values are averaged over 1000 noise realizations and 5000 channel
realizations, I'awan = 5 dB.
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Figure 3.7: Analytical and simulative CQ-KC average v curves vs. the number of
selected antennas Ny over N = 60 Rx antennas. The values are averaged over
1000 noise realizations and 5000 channel realizations, I'ywgn = 5 dB.

low noise, because, in this case, the assumption of Gaussian input is only partially
true and values of # in Tab. 3.1 are not optimum. Indeed, just for b = 3, the
quantization noise is less relevant and the simulated and analytical curves are very
close. Antenna selection leads to a remarkable improvement of 7 with the few best
antennas, while when Ny, approaches N the curves become flat.

3.4.2 CQ-EC performance

For the same propagation characteristic and identical Rx antenna array described for
the performance of CQ-KC, Figures 3.8 and 3.10 show the analytical and simulated
curves of 7 versus N for CQ-EC, while Figuers 3.9 and 3.11 show the same curves
versus the number of selected antennas Ny, over an array of N = 60 antennas.

Remarks on performance

The remarks on performance of CQ-EC are analogous to the remarks that have been
made for CQ-KC. In addition, we note that the gap between the SVD-MRB bound
and the curves obtained by coarse quantization with the channel estimate is bigger
with respect to the performance obtained with the known channel: this gap can be
lowered by using higher values of K.
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Figure 3.8: Analytical and simulative CQ-EC average v curves vs. the number of
antennas IN. The values are averaged over 1000 noise realizations and 5000 channel
realizations, I'awgn = 0 dB, K = 3.
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Figure 3.9: Analytical and simulative CQ-EC average v curves vs. the number of
selected antennas Ng over N = 60 Rx antennas. The values are averaged over
1000 noise realizations and 5000 channel realizations, I'ywgn = 0 dB, K = 3.
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Figure 3.10: Analytical and simulative CQ-EC average ~ curves vs. the number of
antennas N. The values are averaged over 1000 noise realizations and 5000 channel
realizations, 'awgn = 5 dB, K = 3.
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Figure 3.11: Analytical and simulative CQ-EC average ~ curves vs. the number of
selected antennas Ng over N = 60 Rx antennas. The values are averaged over
1000 noise realizations and 5000 channel realizations, I'awgny = 5 dB, K = 3.
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Chapter 4
Non-coherent D-PSK

In Chapter 2 we have considered full CSI at both Tx and Rx, in Chapter 3 we
have relaxed the strong assumption of channel knowledge at Tx and investigated a
low-complexity quantization MRB with known and estimated CSI at Rx. Now we
go to the case where no CSI, is known also at Rx.

In this chapter we seek to explore the receiver multi-antenna array gain in non-
coherent! differential phase shift keying (D-PSK) SIMO configuration. As in Chap-
ter 3 antenna selection is investigated with the aim to have a simpler receiver with
few RF chains which do not consider the worst branches.

4.1 The system description

An extension to the SIMO case of the implementation for the classical D-PSK is
considered. It is assumed that the receiver recovers the signal carrier, except for
a phase offset, in other terms it is as if the constellation at the receiver is rotated
by that offset. By the differential non-coherent method, a receiver detects the data
computing the difference between the phase of signals at successive time instants.

In Figure 4.1 is considered a SIMO system with one transmit antenna and N receive
antennas. At instant k, the transmitter sends a D-PSK symbol s, which is obtained

In our framework we say that a system is coherent if it is able to recover the phase as well
as the carrier frequency of the received signal, otherwise, a non-coherent receiver oscillates only at
the carrier frequency and no informations about the phase are recovered.

| "Lk
Al
—_
N1,k : Q
&l % pac j h 5 5 Apc |
| E
elfrt TNk
A@[
NNk

Figure 4.1: SIMO DPSK system.
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Chapter 4 - Non-coherent D-PSK

from ) by adding the phase 6,1 = £ (sr_1) of the previous transmitted sample.
Each receiver processes the received signal by an operation in the analog domain
(denoted as Af in Figure 4.2) that yields the phase difference between s, and s;_;
in order to suppress the channel phase offset. Next, Ny < N entries of the received
vector

T
rk:[rl,k e Tpk TNJJ E(CNXI (41)

are chosen by a selector in a proper way to form the vector

T
sel sel sel sel
I,gfe) _ [T§,k) . rl(hk) .. TJ(Vscl),k'] € CNeerx1 (4.2)

)

Finally, the Ny components of r,(:el are joined by the combiner

u=lug - o oo uy,]l € CNeXd (4.3)
and the output y; is obtained as

yp = u'r’. (4.4)
If the channel is denoted by the vector

h=[h - hy - hy] eCV, (4.5)

after the selector, the channel vector,

1 Nscl

RO — [h(sel) h}()sel) h(sel)]Te(cheMl’ (4.6)

to be gathers the Ny, channel samples chosen in a way that fulfil the selector policy
described in Section 4.1.2.
The vector noise is

ng = [nip o mpg o nN,k}TGCN“ (4.7)

as defined in (2.8).

4.1.1 Input-output relationship

Let x denotes the the phase shift keying (PSK) symbol to be transmitted at instant
k, if M represents the constellation size, z; assumes the values

T
M

The transmitted symbol s is equal to

), = eVr, wke{ (2m —1) mzl,...,./\/l}. (4.8)
Sp = el — ej(¢k+9k71)’ (4.9)

where 01 = £ (sg_1) is the phase of the transmitted symbol at the previous instant.
The signal at the generic p™® (p = 1, ..., N) receive antenna is processed by a Af
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4.2 - SNR characterization

Tskhp o ()t

Figure 4.2: Baseband equivalent representation of A block for the p'" receive
antenna.

block, represented in Figure 4.2, to yield r,;. Referring to Figure 4.2, where T'
denotes a delay and (-)* the complex conjugation, the output signal is equal to

Tp,k = (Skhp + np,k) (Sk_lhp + np,k—l)*

5 . . . (4.10)
= |hp| Ty + Skhpnp,k—l + Sk—lhpnpyk’ + npyk’np,k—l'
In the presence of a selector, the received signal becomes
r](jzl) _ |hl()sel)‘ Ty + Skh;bel)np,k—l + Sk;_1h](gsel) N k + np,knp,k—l (4‘11)

which is combined by u,, to obtain y; as given by (4.4).

4.1.2 The selector policy

In Figure 4.1 the selector chooses Ny antennas from the total set of N receive
antennas. After the differential block A#, the signal to noise ratio for each branch
will be denoted by ©,, p=1, ..., N, and considering (4.10), it is

E, D’hp‘ka|2] B ||

6, = . T 2 2+ o)
]En |:|Skh/pnp7k71 _|_ sk'*lhpnpﬁ + np,k‘np,k:fl‘ :| n p "

. (4.12)

because noise samples are assumed statistically independent in time and across the
different branches. The selector chooses the Ny branches with the largest ©,,.

We also consider a random selection policy, in this case, the selector chooses Ngo <
N branches randomly. This is not a selection policy at all, but can represent an
interesting performance comparison.

4.2 SNR characterization

The output sample yi, expanding (4.4) and considering (4.11) is equal to

Nsel

* 2 * * * *
= 3, ([ sy L s ) (413)
p=1
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Chapter 4 - Non-coherent D-PSK

The statistical power of the useful term of equation (4.13) is equal to

2 bel 2
sel ]Ez ka’Q}

sel
sel

(4.14)

ﬁel
sel

while the statistical power of the noise is

N 2
sel
En,s |: Z ut (Skh(sel) Ny k1 + Sk lh(sel) Ny k + np,kn;)’k_l)

p=1
Nsel
(:)Z (Ens [u skh(sel) Ny k— 1‘ } +E,s Uu Si_1h! )*ang‘ ] +E.s [‘u Np kM & 1‘ })
p=1
Nsel 9 2
—a2 Y[l (2] +02).
p=1

(4.15)

where the equality (1) comes from the uncorrelation of noise samples in time and
across the different antennas.
Then the SNR TI', is equal to

Nscl 2
* sel
; uy, hé )
r - : (4.16)
2 (sel) 2
2 | hy + 02
4.2.1 Two combiners
In order to handle D-PSK diversity we try two combining solutions.
1. The first combiner weights all branches with same coefficients
1
Uy = for p=1,..., Ne, (4.17)

V Nsel,

this is the simplest approach and is equivalent to sum together all the branches.
In this case the SNR improvement respect to single antenna configuration is
equal to

TpPSK T N 2 ' (4.18)
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2. The second combiner tries to increase the SNR by weighting each contribution
with the square root of the SNR of the branch. The weights u, are equal to

u, =+/0,, for p=1,..., N, (4.19)
where O, is given by (4.12). In this second approach the expression of 7
becomes

N
Ngel hz()sel)
2 b
- p=1 /2| | +02
TDPSK — Now 1 (4.20)
Z hésel)
p=1

We note that the second combiner is more complex than the first one, moreover
to set the combiner weights we need to know the channel gains.

4.3 Performance analysis

The performance are evaluated, as usual, in terms of the average v. We consider
different size N of the receiver array of antenna elements and two different thermal
noise powers. For the description of the channel model and the propagation envi-
ronment we refer to Section 2.2.2.

Figures 4.3 and 4.4 show plots of (4.18), for ['awgy = 0 dB and Tawen = 5 dB
respectively, whereas in Figures 4.5 and 4.6 are showed values of (4.20), in the same
conditions. The horizontal axis of each plot represent a double scale, one is for
the number of selected antennas N, and one for the total number of receiver an-
tennas. More precisely, for the SVD-MRB bound (solid line) we have to read the
numbers of horizontal axis as the size N of the array, without selection. The same
interpretation is valid also for the random selection (dashed line) because choosing
antennas randomly, on average, does not lead to better performance if the array size
increases. For the curves with different marker shapes, the horizontal axis represent
the number of selected antennas Ny over the total array size N indicated in the
legend.

4.3.1 Remarks on performance

From a comparison between the four figures we note that the two combining strate-
gies (4.17) and (4.19) yield very similar performance, hence it is preferable to use
(4.17) due to its simplicity with no need of CSI. Antenna selections enables great
~ improvement with few antennas (the best ones), while when Ny get closer to N
the curves becomes more flat.

The SNR improvement ~, in contrast to the MRB with coarse quantization of Chap-
ter 3, increases with the decreasing of the thermal noise power.

It is interesting to underline that the non-coherent SIMO D-PSK with optimal selec-
tion, in spite of its simplicity, achieves good performance. In order to underline this
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Figure 4.3: Average values of v as given by (4.18) for different Rx arrays sizes
versus the number of selected antennas over 5000 channel realizations,
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Figure 4.5: Average values of v as given by (4.20) for different Rx arrays sizes
versus the number of selected antennas over 5000 channel realizations,
r AWGN — 0 dB.
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Table 4.1: Sample performance comparison between SVD-MRB and SIMO DPSK.

N Nsel FAWGN [dB] 7 [dB] U'y [dB]

SVD-MRB (M =1) 30 30  whatever  14.78  10.47
SIMO DPSK (optimal selection) 60 30 5 13.57  8.77
SIMO DPSK (random selection) 60 30 5 11.12  7.26

fact, in Table 4.1 we give an example comparison between the optimum SVD-MRB
in a SIMO configuration (M = 1) and the D-PSK.
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Appendix A

A different coarse ADC approach

In this appendix we propose the same system of Chapter 3, characterized by a one
antenna at the transmitter and by multiple-antennas at the receiver which imple-
ments a digital MRB with ADCs with few bits. In this system, however, we do not
use MMSE ADCs, but we design the saturation thresholds 7(2%) based on the useful
signal, ignoring the presence of thermal noise. In this perspective, in the case of
high thermal noise, the ADC works mainly in saturation and this may degrade per-
formance, however, in the case of low noise this approach could be more convenient.
The structure of the appendix traces Chapter 3, the new ADC model is briefly de-
scribed and all the expressions of v in Chapter 3 are reprised with the reference of
the new quantization model. Finally, performance evaluations are provided.

A.1 A new ADC model

The system reference structure is described at the beginning of Chapter 3 and its
graphical representation is reported in Figure 3.1, the signals and the selector policy
are the same, but we introduce a different ADC model.

The in-phase and quadrature components of the p-th, p =1, ..., N, received signal
r, are digital converted by two identical ADCs. Both converters, as in Chapter
3, are characterized by an uniform quantization with symmetrical saturation levels
735 and 2° thresholds, where b denotes the number of bits.

If > 1 is a real number and |z|,; = max |z| represents the maximum value over

the Tx constellation symbols amplitude, it holds that the in-phase and quadrature
parts of the p-th useful signal xh, are smaller than a|h,| ||y

(RA{zhp |, [S{zhp}| < alhpl [y, (A1)

where R {-} and & {-} represent the real and imaginary parts respectively. Therefore,

ignoring the noisy part of the received signal 7, ngsat) can be set equal to (A.1)

Tlgsat) — |h1(7$el)‘ 2]y (A.2)
where « is intentionally not fixed in order to keep a scale factor degree of freedom.
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Chapter A - A different coarse ADC approach

A.2 Analytical performance evaluation

In this section we provide the analytical expression of v for the known channel
CQ-KC and its estimate CQ-EC.

The p-th double ADC can be render with a simple equivalent model that is charac-
terized by the introduction of the complex quantization noise w, in addition to the
noise n, on the useful signal. In absence of saturation and if b is large enough, the
in-phase and quadrature components of the quantization noise w, can be modelled
as uniform random variable

R}, 3w ~u |- 5 (A3)

27 2

where A, = 27{%) / 2° represents the quantizer step size. In this case, the statistical

power of the complex random variable w, is equal to

wa =K [|U}p|2]
— B [(R {w,})? + (S {wp})?]
A
i (A.4)
2Oé2 h(sel | |M
= g 22b ’

The assumptions that lead to (A.3) and (A.4) may be in contrast with the require-
ments of low-complexity ADCs characterized by few bits.

A.2.1 Analytical CQ-KC

As in Chapter 3 we start from evaluating the analytical performance of beamforming
with channel known at Rx side.

The received signal at the decision point is given by (3.14), if the entries of n
and w are supposed uncorrelated and u is equal to (3.13), the overall noise power
component of y yields

sel

En,w |:}uH (H+W i| ZEnw [u +wp|2]
Nsel
Hh(sel H2 Z ‘h;sel U + wa) (A5)
=1
Nsel

1 2a% |z}
2 M (sel)
+ — E h

Under the same conditions the power of the useful component of y is
2

sel

E ‘ sel

E, |[u"zn®|*] = (122 = [ (A.6)

[l S‘*”H
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Therefore, the signal to noise ratio I' becomes

r= [ /N

Nsel 4
1 2 Nea 202z} 1 (sel) >
o2+ 2 > 1h
Nse n S 2 3 22b Nse P
1 < <] = (A7)
My,
- 1 2 2 2|x|§/{@
Noat (Un 5 m g,
and, the SNR improvement
(@  _ M
Nsel + 5 220 U%ﬁh

where M, and Q;, are defined in (3.10) and (3.11) respectively.

A.2.2 Analytical CQ-EC

Now we provide the v expression of analytical performance in the case of channel
estimation. In the same way as in Chapter 3 the channel h®® is estimated by a
correlation method that uses a training sequence a; of length K. The estimate
B = plel 4 z, of the p-th channel gain is provided by equation (3.24) and the
estimation error z, is assumed that is distributed as a Gaussian random variable
described in (3.25). Under these assumptions we can provide the CQ-EC analytical

performance

(a) —
TcqQrEC = 5

21212, [3 2|2 202~ :
1 1 oh 1 2« ‘le Qn 2« |Z|M e 1 2« ‘I|M Qp
K {Nsel + [nGeD]|? + [nGeD|Z 3 2% o2 I+35—m +2Mp | o+ Neel 1+ 5= o2,
9

A.3 Simulative evaluation

In this section we focus on the simulative performance for the known channel in
CQ-KC approach and for the channel estimate in CQ-EC approach. As in Chapter
3, in the simulative approach we consider the overall noise vector v, which contains
the degradation of both thermal and quantization noises, by the difference between
the signal after quantization and the useful received signal part.

We note that the expressions of v are equal to the equation in Chapter 3, in particular
the CQ-KC simulative performance expression is equal to (3.30) and CQ-EC is equal
to (3.34). For simplicity we rewrite them

(s) M
YecqQre = (A~10)
N [lh(sel)HV’2:|
U%Nsel |h(SCI)
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Figure A.1: Analytical and simulated CQ-KC average v curves vs. the number of
antennas /N. The values are averaged over 1000 noise realizations and 5000 channel
realizations. |z]; =1, b =2 and I'awen = 0 dB.

and

s ﬁh
TodEC = (A.11)

1 H (sel) (sel)H H 2] '
U%Nsel||h(5el)||2Ev’z |$Z h +h vtz V|

We note that although expressions of v are the same as those of Chapter 3, the
ADCs use different setting that lead to different system performance.

A.4 Performance evaluations

With the same channel settings and propagation characteristics of Section 2.2.2, we
give some average performance results for CQ-KC and CQ-EC for different values
of the saturation threshold scaling factor «.

A.4.1 CQ-KC performance

Figures A.1 and A.3 show the average v versus the number of receiver antennas
N, with two different thermal noise powers, while Figures A.2 and A.4 represent
the performance with antenna selection. The solid curve is the SVD-MRB bound
in presence of perfect digital conversions, or equivalently for w = 0. The dashed
curves denote analytical performance, while the dotted ones simulated performance
as from (A.8) and (A.10), respectively. Moreover triangles and circles indicate,
correspondingly, two different values of the saturation scaling factor a.
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Figure A.2: Analytical and simulated CQ-KC average v curves vs. the number of
selected antennas Ny over N = 60 Rx antennas. The values are averaged over
1000 noise realizations and 5000 channel realizations. |z|y; = 1, b =2 and
Fawen = 0 dB.
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Figure A.3: Analytical and simulated CQ-KC average v curves vs. the number of
antennas IN. The values are averaged over 100 noise realizations and 1000 channel
realizations. |z|; =1, b =2 and 'awen = 5 dB.
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Figure A.4: Analytical and simulated CQ-KC average v curves vs. the number of
selected antennas Ny over N = 60 Rx antennas. The values are averaged over 100
noise realizations and 1000 channel realizations. |z|; = 1, b =2 and
['awan = 5 dB.

Remarks on performance

The simulated performance is closer to analytical performance in the low thermal
noise (Cawen = 5) configuration.

We note that the simulated curves in Figures A.1 and A.2 are affected by a saturation
phenomenon which limits the performance with an high number of antennas. In the
case of antenna selection, the saturation is grater and can turn in an inversion of
the increasing trend. This behaviour is more important when in the received signal
the Gaussian noise dominates and is due to ADC model that clips signals to the
saturation threshold, phenomenon represented schematically in Figure A.5. This
problem is more remarkable in antenna selection because the channel gain are chosen
with decreasing power, while the noise power is the same. If the few bits ADCs work
in saturation, it implies that a great number of T entries can be equal and v, from
(3.28), may inherit the correlation that affects h, as expressed in (1.35). Moreover,
also if entries of h are optimistically uncorrelated, we expect no improvement due to
the MRB weighing at the denominator of v. We can limit the problem of a coloured
noise v by enlarging the dynamic of the ADC by selecting o > 1, the drawback will
be in terms of quantization accuracy when few antennas are used.

About Figures A.3 and A.4, when the noise is low (I'awan = 5), it can be said that
the drawback on performance due to the saturation of the quantizer is less notable.
Therefore, the alteration of the saturation threshold by the setting of a > 1 could
leads to worse performance. From a general point of view, in the case of low noise,
the quantization error w dominates over n and only with a higher number of bits
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Figure A.5: A representation of the generic ADC model working in saturation.
(b > 2) we can reduce the gap to the MRB bound.

A.4.2 CQ-EC performance

Figures A.6 and A.8 show the average v versus the number of receiver antennas N
in the case of channel estimation, Figures A.7 and A.9 represent the performance
with antenna selection.

Remarks on performance

The CQ-KC performance remarks are valid also in the case of channel estimation.
In addition, in CQ-EC we note a greater gap between the analytical and simulated
curves due to the channel estimation error.
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Figure A.6: Analytical and simulated CQ-EC average v curves vs. the number of
antennas N. The values are averaged over 100 noise realizations and 1000 channel
realizations. |z|; =1, b =2, K =3 and 'awgn = 0 dB.
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Figure A.7: Analytical and simulated CQ-EC average v curves vs. the number of
selected antennas Ny over N = 60 Rx antennas. The values are averaged over 100
noise realizations and 1000 channel realizations. |z|,; =1, b =2, K = 3 and
I'awan = 0 dB.
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Figure A.8: Analytical and simulated CQ-EC average v curves vs. the number of
antennas N. The values are averaged over 100 noise realizations and 1000 channel
realizations. |z|,;, =1, b =2, K =3 and 'awgn = 5 dB.
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Figure A.9: Analytical and simulated CQ-EC average v curves vs. the number of
selected antennas Ng over N = 60 Rx antennas. The values are averaged over 100
noise realizations and 1000 channel realizations. |z|,; =1, b =2, K = 3 and

['awen = 5 dB.
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